SIP

. . Invite with ID / User ID / Confirm
= |

FXS Representative

Number | |

T — | | |
1 FXS 2649689 v ™ | 2649689 | |
2 xs |7 I | | |
3 FXS 2476187 F F | 2476187 | |
4 Fxs |84 [ N | | |
5 FXO | ooa18120: [ v | ooa18120z | |
6 FXO 806 I_ I_ | | |
7 FXO 807 F N | | |
8 FXO 808 N N | | |

Use DNS SRV v

DNS SRV Auto Prefix v

Proxy Fallback Interval [0 - 10800 s] W

Enable Support of SIP Proxy Server / Soft Switch
v Enable SIP Proxy 1

Proxy Server IP / Domain ‘ sipnet.ru

Proxy Server Port [1 - 65535 ] W

Proxy Server Realm ‘ sipnet.ru

TTL (Registration interval) [10 - 7200 s] 600

SIP Domain ‘

Use Domain to Register [

= Enable SIP Proxy 2

Proxy Server IP / Domain ‘ 192.168.1.1

Proxy Server Port [1 - 65535 ] | 5060

Proxy Server Realm ‘

TTL (Registration interval) [10 - 7200 s] 600

SIP Domain ‘

Use Domain to Register [

VolIP failure announcement [



Bind Proxy Interval for NAT [0 - 1800 s]
Initial Unregister
Support Message Waiting Indication (MWI)

MWI Subscribe Interval [0=disable, 60 - 86400 s]

Outbound Proxy Support
Outbound Proxy IP / Domain

Outbound Proxy Port [1 - 65535 ]

Session Expiration [0=disable, 10 - 1800 s]
Session Refresh Request

Session Refresher

Enable P-Asserted

Privacy Type

SIP Message Resend Timer Base [s]

Max. Response Time for Invite [1 - 32 ]
Invite URL need 'user=phone’
Reliability of Provisional Responses

Compact Form
SIP Caller ID Obtaining
Put Caller ID In URI

INVITE With Remote-Party-ID Header
Support URI Percent-Encoding (RFC 3986)
Compare SIP To' Header for Transit Out
Enable SIP 'Allow' Header

Call Hold Compatible With RFC 2543
Enable SDP ‘ptime' Attribute

Use Redirect URI As To' Header (Receiving 3XX)
Respond 'BUSY HERE' while no line available for

hunting

International Call Prefix Digit
Country Code

Long Distance Call Prefix Digit

Area Code

E.164 Numbering

-
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To Invite Proxy [



Transform to Transit Out [+

ENUM Header Exception 070
Telephony Settings
Telephony Settings
Trunk Incoming Prompt Voice @ Default Greeting ) custom Greeting ) Dial Tone
Custom Greeting Upload / Backup O6=op- ” Upload ] [ Backup ] [ Clear Greeting
FXO Hunting YoIP call in option Caller Indicate Dial-Out ~
FX0 Hunting Default Dial-Out
FX0 Line VoIP call in option Caller Indicate Dial-Out ~
Warm Line
Line|Enable[Type[Hot Line| Hot Line No. |(Hot Line Delay)| Dial-Out Prefix | FXO Line Default Dial-Out | FXS Group|Fax / Modem
[0-605]
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5 ¥ o W | 2649689 o |

6 T mo [ | o |

7 T mo T | o |

g8 T mo M | o |

Trunk Hunting Order

Enable FXO / Trunk Extension Number

Pick up Line by Dialing Extension Number

Ring count before FXO pick up [0-999 ]

Transit In Busy Tone Limit [0 - 60 s]

< T T < <
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Detect FXO Line Presence



Ring (Early Media) Time Limit [10 - 600 s]

Enable End of Digit Tone

VolP Call Out Notification

Enable Built-in Call Hold Music

_‘?I_I_IT‘
o

Force Calling Thru PSTN Code

Trunk Early Media Option

Early Media Treatment

Loop Current Drop Trigger Time
[0=disable, 3 -305s]

Loop Current Drop Duration [1- 5 s]

Enable ROH

FXS Ring Voltage [0=disable, 45 - 80 ]

NN

FXS Onhook Voltage [0=disable, 24 - 57 ]

Max. External Call 999

VolP Centrex Extension Digit Count
[0=disable, 1-30]

“ B

VolP Centrex Digit

FXS Group Hunting / Ring Priority

Hunting / Ring

°

Sequential Ring Time [1 - 100 s]

1 I Line 1
2 I Line 2
3 |



Telephony Settings
Trunk Incoming Prompt Voice . C . F .
Default Greeting Custom Greeting Dial Tone

Custom Greeting Upload / Backup

FXO Hunting VolP call in option

FXO Hunting Default Dial-Out

FXO Line VolP call in option

Warm Line
Line|Enable|Type|Hot Line| Hot Line No. | (Hot Line Delay)|| Dial-Out Prefix|| FXO Line Default Dial-Out | FXS Group [Fax / Modem
[0-605]
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Trunk Hunting Order

Enable FXO / Trunk Extension Number v



Pick up Line by Dialing Extension Number

Ring count before FXO pick up [0-999 ]

Transit In Busy Tone Limit [0 - 60 s]

Detect FXO Line Presence

Ring (Early Media) Time Limit [10 - 600 s] 30

Enable End of Digit Tone

VolP Call Out Notification

Enable Built-in Call Hold Music

Force Calling Thru PSTN Code

—‘?I_I'I\‘?IT‘T‘?I

Trunk Early Media Option

Early Media Treatment

Loop Current Drop Trigger Time
[0=disable, 3 -305s]

Loop Current Drop Duration [1- 5 s]

Enable ROH

FXS Ring Voltage [0=disable, 45 - 80 ]

FXS Onhook Voltage [0=disable, 24 - 57 ]

TS

Max. External Call 999

VolP Centrex Extension Digit Count
[O=disable, 1-30]

VolP Centrex Digit

FXS Group Hunting / Ring Priority

Hunting / Ring

“ B

°

Sequential Ring Time [1 - 100 s]






